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16-channel PULS for medium and large size events

• Max SPL 155 dB

• Bandwidth 45 Hz- 20 KHz

• Transducers LC: 4 x 12”

 LF: 8 × 10’’

 HF: 8 × 3’’

• Weight 158 kg / 348 lb

• Directivity V: 10°

 H: Four modules

 Integrated cardioid

L-ACOUSTIC 
L2



• Max SPL 151 dB

• Bandwidth 45 Hz- 20 KHz

• Transducers  LC: 4 x 12”

 LF: 8 × 10’’

 HF: 8 × 3’’

• 

• Directivity  V: 60°

 H: Top two modules

 Bottom two modules progressive 110° to 140°

 Integrated cardioid

L-ACOUSTIC 
L2D



16-channel PULS for medium and large size events

• Max SPL 155 dB

• Bandwidth 45 Hz- 20 KHz

• Transducers LC: 4 x 12”

 LF: 8 × 10’’

 HF: 8 × 3’’

• Weight 158 kg / 348 lb

• Directivity V: 10°

 H: Four modules

 Integrated cardioid

L-ACOUSTIC 
LA-RAK III



Flying frame for L2 and L2D

L-ACOUSTIC 
L2-BUMP



L-ACOUSTIC 
K SERIES K2
3-way active full-range WST® enclosure
quad-amplified by LA4X / LA8 / LA12X

Electroacoustic specs
Usable bandwidth (-10 dB) 35 Hz – 20 kHz ([K2 70])

Maximum SPL1 147 dB (preset [K2_70])

Transducers

drivers

Acoustical load LF: bass-reflex, L-Vents
MF: bass-reflex
HF: DOSC waveguide, Panflex

Nominal impedance

Nominal directivity (-6 dB) Horizontal : 110° / 70° symmetric ; 
90° asymmetric (35°/55° or 55°/33°)
Vertical
of elements and array curvature.



L-ACOUSTIC 
K SERIES 
karaII
2-way active WST® enclosure
amplified by LA4X / LA8 / LA12X

Electroacoustic specs

Usable bandwidth (-10 dB) 55 Hz – 20 kHz ([KARA II 70])

Maximum SPL1 142 dB ([KARA II 70])

Transducers

compression driver

Acoustical load LF: bass-reflex
HF: DOSC waveguide, Panflex

Nominal impedance

Nominal directivity (-6 dB) Horizontal: 70° / 110° symmetric or 



L-ACOUSTIC 
SUBWOOFERS – KS28

Electroacoustic specs
Flyable subwoofer 2 x 18''

amplified by LA12X

Low frequency limit (-10 dB)

Maximum SPL1

Transducers

Acoustical load

Nominal impedance

Nominal directivity (-6 dB) Standard or cardioid



L-ACOUSTIC 
SUBWOOFERS – KS28

Electroacoustic specs
Flyable subwoofer 2 x 18''

amplified by LA12X

Low frequency limit (-10 dB)

Maximum SPL1

Transducers

Acoustical load

Nominal impedance

Nominal directivity (-6 dB) Standard or cardioid



Max SPL 145 dB

Bandwidth

Transducers

30 Hz

LF : 2 x 15"

Weight 83 kg / 183 lb

Directivity Standard

Flyable high power 
subwoofer
Bass-reflex, dual 15 

K1-SB



L-ACOUSTIC 
SUBWOOFERS – SB18

Electroacoustic specs

amplified by LA4X / LA8 / LA12X

Low frequency limit (-10 dB)

Maximum SPL1

Transducers

Acoustical load Dual bass-reflex, L-Vents

Nominal impedance

Nominal directivity (-6 dB) Standard or cardioid



LA-RAK II AVB
Touring rack

Architecture
35 Hz – 20 12 channels of
amplification kHz ([K2 70])

Output Power

Power supply

147 dB (presUp to 40 000 W at
2,7 ohmset [K2_70])

Three-phase 32 A IEC in/link
30 A NEMA for 110 V

Inputs Milan-AVB, AES/EBU, Analog

Network Milan-certified with seamless
network redundancy



Architecture 20 x 16 (+ headphones)

Busses

I/O

8 DSP busses + Cue Bus

8 Milan-AVB I/O, 4 Line I/O, 4 AES I/O
4 Mic/Line inputs (48V)

Processing (per bus)
Gain, mute, polarity, delay
16 EQ filters Clip protection

Height

Network

1U

Milan-certified with seamless
network redundancy

P1 AVB processor 
and measurement 
platform



L-ACOUSTIC 
K2-BUMP
Structure for flying K2 arrays 
(incl. 1 extension sling + 1 
laser adapter)

K2-BAR Extension bar for 
K2-BUMP



L-ACOUSTIC 
KS28-BUMP



Bumper for flying or 
stacking KARA (II)/SB18 

M-BAR Extension bar for 
rigging frame

L-ACOUSTIC 
M-BUMP



L-ACOUSTIC
MONITOR – X15 HiQ

2-way active coaxial enclosure
amplified by LA4X / LA8 / LA12X

Electroacoustic specs
Usable bandwidth (-10 dB) 55 Hz – 20 kHz ([X15])

Maximum SPL1 138 dB ([X15])

Transducers

driver, neodymium

Acoustical load Load bass-reflex, L-Vents, ellipsoidal 
waveguide

Nominal impedance

Nominal directivity (-6 dB) Vertical: 60° symmetric

.
Monitor angle



L-ACOUSTIC 
TECH TOOLCASE II  
System technician tool case to perform 
room measurements and line source 
array setup.



Full-size 3-Way High Directivity Line Array Element
Composite Enclosure
The VT4888 Three-Way Line Array Element is designed to deliver high-quality 
reinforcement of music and speech in a variety of applications including concert 
audio and corporate A/V presentations of all types for both portable users and 

JBL
VT 4888 



JBL
VT 4880 SUB 
Full-size Arrayable 2-18” Subwoofer
The VT4880 Dual 18” Subwoofer Line Array Element is designed to deliver high 
quality sound reinforcement of sub-low frequencies for live music and a variety of 



RCF D-LINE HDL 20-AS Compact Line  
Array Module - 1200 watt Peak

1400 Watt Peak power - 700 Watt RMS
135 dB max SPL
55 Hz 20 kHz frequency response
2 x 10" Woofers
1 x 3" Compression Driver

Composite PP enclosure structurally wooden reinforced

professionals. Perfect in live sound reinforcement and reliable installed 

1400 Watt Peak Power 2 way digital amplifier, sound is processed from a 

FEATURES



RCF 8006-AS Active High Power 
Subwoofer
FEATURES

5000 Watt Peak power - 2500 Watt RMS
137 dB max SPL
30 Hz - 120 Hz frequency response
2 x 18" Woofer

Delay control

delivery a serious amount of low frequency. Powered by a 2500W 

most demanding situations.

RCF 8006-AS Active High Power 
Subwoofer

RCF 8006-AS Active High Pow



r 

factor 4 (preset specified in brackets).

RCF Pro Sound Sub 8004-AS Active
Subwoofer - 2500 watt Peak

2500 Watt Peak, 1250 Watt RMS
136 dB max SPL
30 Hz - 120 Hz frequency response
18" Woofer, 4.0" voice coil vented woofer

Delay control

cabinet is designed to deliver a serious amount of low frequency. Powered by a 1250W 

FEATURES



RCF Pro Sound Monitor 
– NX15 SMA
FEATURES

1400 Watt Peak, 700 Watt RMS digital bi-amplification
130 dB max spl

DSP processing, floor - fre field equalization, soft limiter and protection

special Equalization Modes:- Floor, for stage monitoring; Free Field,



JBL BRX300 Compact Line Array 
System
Frequency range: 80 Hz–20 kHz (-10 dB)

136 dB maximum SPL
Variable interbox angles

BRX308-LA

Frequency range: 32 Hz–250 Hz (-10 dB)
136 dB maximum SPL
Built-in DSP includes crossover management, EQ, limiting, correction 

Powers up to four BRX308-LA Line Array Elements

tops or dedicated inputs for more advanced uses
Casters provide ease of transport

BRX325-SP



JBL EON715 15’’ Active 
Speaker/Stage Monitor
FEATURES

2414H compression driver

Power: 1,300W peak / 650W RMS
Frequency response: 45 Hz–20 kHz (-10 dB); 55 Hz–20 kHz (-3 dB)
Max SPL: 128 dB
Dispersion: 90° H x 60° V

Advanced dbx DSP: Automatic Feedback Suppression, ducking, 100ms speaker 
delay, parametric EQ.

Backlit color LCD screen provides easy access to functions

Durable polypropylene cabinet and metal grille

configuration options.
Stackable cabinets allow easy storage
Dimensions: 27.6 x 17.2 x 13.8 in (702 x 438 x 351 mm) (HxWxD)



QSC K12.2 1200 Watts Peack

Best in class audio performance

Refined, professional appearance looks great in any application
Rugged ABS enclosure for long life and lasting durability

Factory Presets and savable/recallable Scenes for commonly-used application
Multi-function digital display for control and selection of loudspeaker functions including 
cross-over, EQ, delay and frequency contour.
Dual pole cup mounts (standard and 7.5 degree down-tilt)
M10 fittings for flown applications

FEATURES



QSC K12 - 1200 Watts Peak

Tech Specs

LF Driver:
HF Driver:
Amplifier:
Output Power Peak:
Output Power Continuous:
Frequency Response:
Maximum Peak SPL:
Crossover Frequency:
Enclosure:
Mounting:
Inputs:
Outputs:
Controls:

Dimensions:
Weight:



QSC KW 122 - 2000 Watts Peak

Maximum SPL 131 dB peak
Also functions as monitor floor wedge
1000-watt Class D power modules in all models (2 × 500 W continuous)

-  inputs, and stereo RCA inputs,

balanced output.

system performance.

Four-position Mic/Line gain (full-range models)
Tour-grade 16 gauge steel grilles

M10 rigging points for suspended installation

Features



QSC KS118 Active Subwoofer 

Active 18" Subwoofer
3600 W Class D amplifier module
direct radiating 18" long excursion direct radiating driver
Frequency response: 35 - 111 Hz
Max. SPL (sound pressure level): 136 dB

requires at least 2x KS118 units
DEEP mode
Multi-functional display

Signal LED
Limiter LED
Power LED

4 Heavy-duty casters

Dimensions including casters (H x W x D): 640 x 520 x 785 mm

Colour: Black



QSC Sub Woofers - K SUB 
2000 Watts Peak

Dual 12" LF drivers

Locking IEC power cable
XLR and 1/4" connectors

3" Casters



1000W, portable PA system with 5 channel digital mixer, 12” subwoofer, 
1.5” x10 line array speaker, a Bluetooth input, SPX digital reverbs and
1knob EQ and multi band comp for master output.
1000W (HF:190W+LF:810W) power output
Biggest in the class 12” subwoofer for low frequency
1.5” x10 slim line array speaker for high frequency
Digital mixer (3 mono mic/line + 1 stereo line)
Multi band comp “mode” for master output
1-knob EQ for per channel
High resolution SPX digital reverbs (4types, parameter control)
2x Hi-Z (high impedance) inputs
Link out and monitor out
Dedicated cover included
Optional reverb foot switch
Optional dolly for more portability



1000W, portable PA system with 5 channel digital mixer, 12” subwoofer, 
1.5” x10 line array speaker, a Bluetooth input, SPX digital reverbs and
1knob EQ and multi band comp for master output.
1000W (HF:190W+LF:810W) power output
Biggest in the class 12” subwoofer for low frequency
1.5” x10 slim line array speaker for high frequency
Digital mixer (3 mono mic/line + 1 stereo line)
Multi band comp “mode” for master output
1-knob EQ for per channel
High resolution SPX digital reverbs (4types, parameter control)
2x Hi-Z (high impedance) inputs
Link out and monitor out
Dedicated cover included
Optional reverb foot switch
Optional dolly for more portability



BOSE L1 PRO 32 WITH SUB 2

Output: XLR Line Out

tone and reverb effect

SPL max: 122 dB (Cont.) / 128 dB (Peak)
Lowest frequency: 37 Hz
Dispersion angle: 180° H x 0° V
Class D amplifier
Power: Mids/Treble 480 W / Bass 1000 W
Dimensions of L1 Pro32 (H x W x D): 213.5 x 34.5 x 55 cm

Portable Line Array System with Bluetooth



BOSE L1 PRO 16 

Portable Line Array System with Bluetooth

Output: XLR Line Out

volume, tone and reverb effect

SPL max: 118 dB (Cont.) / 124 dB (Peak)
Lowest frequency: 42 Hz
Dispersion angle: 180° H x 0/-30° V
Class D amplifier
Power: Mids/Treble 250 W / Bass 1000 W
Dimensions (H x W x D): 201.2 x 35.5 x 45.6 cm



BOSE S1 PRO

Can be used as a stage monitor, practice amp, and as a primary music system

Suitable for audiences of up to 50 people

music sources

Coverage pattern: 100° x 40°
Frequency response: 70 Hz - 16 kHz
Max. SPL (sound pressure level): 103 dB

1x Line output

Dimensions (L x W x H): 330 x 241 x 286 mm

Colour: Black
Includes a battery pack and a power cable

Features



Bose T4S Tone Match Mixer

Technical Summary
• 4x Combo XLR-1/4” inputs
• 2x Aux inputs
• 2x Aux sends
• 2x ToneMatch ports
• 1/4” TRS stereo outputs
• Dedicated headphone output
• USB A and B for playback or PC
• Protective magnetic cover
• ToneMatch cable
• 214 x 184 x 83 mm (D x W x H)
• 
• 1 kg | 2.1 lbs



Nexo PS10 -600 Watts

installation and lower cost.



Turbosound TFX 122 M-AN 
1100-Watt 2 way 12” 
Floor Monitors
2 way stage monitor for portable applications

Klark Teknik Digital Signal Processing for total system control

transient response

Low distortion waveguide provides 60° H x 40° V dispersion

PC remote control software downloadable at turbosound.com

Tech specs



DB Technologies Flexsys series 
FM12 Floor Monitors - 
1200 Watts Peak

Power: 240 + 60W/ RMS digipack

Frequency range: 62 Hz - 20 kHz
Max SPL: 126 dB

Connections: line/ mic input/ XLR

Dimensions (W x D x H): 490 x 290 x 410 mm

Colour: Black



DIGICO Quantum 338T Digital 
Audio Console 

processing matrix

dynamics processing

of AES digital I/O
3 redundant MADI in/out can be configured as 6 MADI I/O at 48kHz
Support for dual second-generation Optocore loops

2 dedicated DMI slots make expansion a piece of cake (DMI interface option 
cards sold separately)

information, macros, and more

DiGiCo Quantum 338 Digital Mixing Console Features:



Titan-R Sound Grid Server

Axis Scope

Titan DSP processing, with redundancy for maximum reliability &

Computer optimized to run Waves audio applications

WAVES Titan-R Server

Waves compatiable SoundGrid Server 2 U 
Rack Mount, including Redundant PSU (Please 
checkserver performance online at www.waves.
com/hardware/soundgrid-servers)

Waves Axis Scope Waves qualified Host (2U Half rack)

Waves 8-Port Network Switch, Netgear GS108 V4 8-Port netwoork switch (Please consult with Waves 
before placing a order for this item)

Waves Super Rack SoundGrid

SuperRack SoundGrid is a cutting-edge plugin 
rack,UtilizingSoundGrid Server(s) and Interface 
(s) to significantly increase plugin count,minimize 
latency to near -zero, run upto 128 audio channels 
through multipleinstamces of Waves’ plugins.

Waves 2U Rack Shelf for Half-Rack SoundGrid 
Devices (Gen X9 or Below)

Custom made to fit two half - rack 2U SoundGrid 
Servers side-by-side, for rack-mounting on to a 
standard 19inch rack frame



Avid VENUE | S6L 32D



 

With support for up to 192kHz high resolution analogue I/O converters plus a 
comprehensive range of digital formats, it’s no wonder that the SD-Rack is accepted 
as the finest I/O rack available. From MADI to AES/EBU, Dante, AES-42, ADAT, or 
Aviom, the SD-Rack has it all.
Based on the same Stealth FPGA technology as the world-renowned SD-Range of 
consoles, the SD-Rack can run on the optical loop at 96KHz, while providing a 
down-sampled 48KHz feed from one of the MADI output streams; ideal for a broadcast 
truck split. The result is industry-leading A/D conversion complete with DiGiCo’s 
famous Gain Tracking™, meaning all consoles benefit from +/-40dB of digital gain.
Once a user has set the gain on each channel, every console on the loop can Gain 
Track their own mixes, and if any tweaking of analogue gain settings is required then 
each Gain Tracked channel will automatically compensate to ensure the mix remains 
the same. Best of all, should clipping occur, any of the consoles on the loop can take 
control of an analogue gain and make the necessary adjustments without affecting 
anyone else’s mix.
The SD-Rack’s 14 slots give you up to 56 inputs and 56 outputs, and users can choose 
whether to include the Optocore optical fibre connectivity or connect the SD-Rack to 
the console using MADI. When running at 48kHz, the two MADI ins and outs provide 56 
fully redundant input and output channels via duplicate connections. When running at 
96kHz, the SD-Rack delivers a full complement of 56 channels of MADI across the dual 
MADI ports.
Lastly, for ease of use the SD-Rack offers hot swappable interface cards with are 
automatically identified and configured, plus a top-mounted, hot swappable power 
supply.
No matter the size of the rack you choose, up to 14 DiGiCo I/O racks can run on a 
single optical loop, while as many as 28 can be accommodated on a dual loop 
system. This, coupled with the ability for any of the five consoles that can sit on one 
optical loop to receive all inputs and individually address output slots on any rack, 
gives the engineer or system designer unprecedented versatili

DIGICO SD RACK



Yamaha CL5 series digital mixing 
consoles represented a new level of 
refinement, offering an evolved 
experience in accessible mixing, plus 
sonic purity with sound shaping 
capabilities that gave the most 
imaginative engineer unprecedented 
creative freedom. The CL series 
embodied the leading standards in live 
sound in their most advanced, most 
expressive form.

Yamaha CL5 



 
This high-capacity, high-performance I/O rack is compatible with Yamaha 
CL and QL series consoles as well as the RIVAGE PM series. It features 32 
analog inputs, 16 analog outputs, and eight digital AES/EBU outputs. The 
Rio3224-D2 connects directly to Dante digital audio networks, allowing 
flexible system configuration. Dual power supply units are built in for high 
reliability, and a character/graphic display offers easy visual confirmation.
32 analog inputs and 16 outputs, and 8 digital outputs.
Redundant connections are supported with primary and secondary 
connectors. Daisy chain connections are also supported.
Comprehensive display and local control of gain and other parameters.
Dual power supply units are built in for high reliability.
Power consumption: 120W
Dimensions (WxHxD): 480 x 220 x 368mm (18.9" x 8.7" x 14.5")

RIO 3224 – D2

96kHz audio expander that provides high-input-count remote expansion for SQ, Avantis and dLive 
mixing systems, and for the AHM-64 audio matrix processor.
Each GX4816 is loaded with 48 dLive mic preamps with independent Phantom Power LED 
indicators, plus 16 XLR line outputs. Additionally, 2 DX ports are provided for connection to up to 4 
DX Expanders for further I/O expansion. Connection to a ME Personal Mixing System is possible via 
the DX2 socket when used with SQ or Avantis.
GX4816 connects via a single Cat5e cable to an SLink socket on a SQ, Avantis or AHM-64, or to a 
gigaACE audio network card on a dLive system.
Connection to DX Expanders and the ME Personal Mixing System is also over Cat5e cable.
Key Features:
48 Mic Preamps on XLR with Phantom Power status LEDs
16 XLR Line Outs
96kHz operation
DX1 Port – compatible with a single DX32, or up to 2 DX168/DX164-W expanders
DX2/ME Port – compatible with a single DX32, up to 2 DX168/DX164-W expanders, or a ME 
personal monitoring system (not compatible with AHM-64 or dLive).
Compatible with SQ, Avantis, AHM-64 and dLive (dLive requires firmware V1.86 onwards)
Multiple GX4816 can be added to a system:
Up to 2 GX4816 units can be added to a SQ system
Up to 3 GX4816 units can be added to an Avantis system

GX4816



Buses: 48 Mix + 12 Matrix + 2 Stereo

Faders: 28 (12 + 12 + 4)
Analog I/O: 32 inputs / 16 outputs
Dante: 144 in / 144 out

Power supply: Redundant power supply built-in
Power consumption: 240 W
Dimensions (W x H x D): 793 mm x 324 mm x 564 mm (31.3" x 12.8" x 22.2")

DiGiCo Quantum 338 Digital Mixing Console Features:

YAMAHA DM7  



Allen & Heath SQ7 Digital Mixer  

48-Channel Digital Mixer

33 Faders / 6 layers
12 x Mono or Stereo mixes (perfect for in-ear monitoring setups) + LR
3 x Stereo matrix

DEEP Processing allows plugins to be directly embedded into all input 

SLink connector for remote audio / expansion

AES output

16 Assignable soft keys
8 Assignable soft rotaries

Dimensions: 804 x 514.9 x 198 mm



MIDAS M32 LIVE -Digital Mixer - 
32 channel with DL32 Stage Box &  
DN32 Dante Card

AES50 networking allows up to 96 inputs and 96 outputs
192 kHz ADC and DAC converters for outstanding audio performance
Industry-leading design by Bentley* Motors Designer

40 bit floating point digital signal processing
8 DCA and 6 mute groups
8 stereo signal processing effects engines
25 Midas PRO motorised 100 mm faders



Soundcraft Si Expression 1 – 
16 Channel Digital Mixer 

16 (24-Si Expression 2, 32-Si Expression 3) mono mic inputs
4 line inputs
66 inputs to mix
1 Visi ConnectTM option card slot for 64 x 64 input/output expansion

Pre/Post selection per input per bus
AES in and out

20 sub-group/aux busses
4 FX busses
8 Matrix busses
LR and C Mix busses
4 Stereo Lexicon Effects engines
Delay on inputs and outputs

Freely assignable insert loops
Harman HiQnet integration



ZOOM LIVE TRACK 
L-12

FEATURES

•
nectivity

•
•
• 5 powered headphone outputs, each with a customizable and

•
recording

•
•
•
•
•
•
•
•
•
•
•
•
•
•
•
•
•
•



MIDAS MR18 - Digital mixer - 
18 channel with controller

iPad*/Android* tablet controlled 18-input digital mixer for studio and live application

Built-In Tri-Mode Wifi router for direct operation-no need for external routers

4 digital signal processing effects engines

Rack ears and protection bumpers included for flexible rack and onstage applications

40 bit floating point digital signal processing

interface
Future firmware updates, incl. new FX "Plug Ins", downloadable from 



Yamaha MGP Analog 
Mixer 32 Channels
circuit design

Intelligent 1-knob compressors add optimally set compression to a wide 
variety of input sources

can offer

automatically

digital effects

connection



Yamaha MG 166 CX - 
Analog Mixer - 16 Channel

10 Mic inputs, four stereo line inputs
HPF
8 insert I/O
6 Compressors

SPX digital multi-effect
6 busses (Stereo + 4 groups)
Monitor mix
2 Aux sends + 1 Effect send

1 Stereo Aux return
12-seg LED level meter

Rackmountable
Input gain trim



Allen and Heath ZED FX 16 - 
Analog Mixer

16 internal time-delay effects

2 pre-fade Aux sends
1 post-fade Aux send
1 internal FX send
Illuminated mute
Sound image pan

12 bar meters

Monitor output section
Alt stereo output source



Yamaha MG12XUK - Analog 
Mixer - 12 Channel

Max. 6 Mic / 12 Line Inputs (6 mono + 3 stereo)
1 Stereo Bus

1-Knob compressors

Includes Cubase AI DAW software download version
Cubasis LE for iPad available at App Store

XLR balanced outputs

Dimensions(W×H×D): 315 mm x 91 mm x 297 mm (12.4" x3.6" x11.7")



Yamaha MG10XU - Analog 
Mixer - 10 Channel

Max. 4 Mic / 10 Line Inputs (4 mono + 3 stereo)
1 Stereo Bus

1-Knob compressors

Includes Cubase AI DAW software download version

XLR balanced outputs

Dimensions(W×H×D): 244 mm x 71 mm x 294 mm (9.6"x 2.8"x 11.6")



DBX Equalizer 2300

1/3-octave Constant Q frequency bands

12dB/octave 50Hz low-cut filter

+/-12dB input gain range
4-segment LED ladders for monitoring output level
XLR and TRS inputs and outputs
Frequency response of <10Hz to >50kHz

Dimensions: 3.5" x 6" x 19"



• MIDI Control Full assignable MIDI controls

• DVS Control rekordbox

 Serato DJ Pro

 TRAKTOR PRO 3

• Accessories  DJM-V10

 Power Cord

 Warranty (for some regions)

 Quick Start Guide

 Precautions for Use

Pioneer DJM-V10

Creative style 6-channel professional DJ mixer



DJM 900 NX 2 Mixer
MIDI Control Full assignable MIDI controls

EQ/ISO 3 band

Specifications

Frequency Range 20 - 40000 Hz
Sampling Rate 96 kHz
A/D Converter 24 bit
D/A Converter 32 bit



CDJ–3000 Media Player 

performance potential

Supports iOS rekordbox app for music playback



DJM 750 mixer

Selectable fader curves and easy cue assignments streamline your flow

32-bit DSP suppresses and balanced op-amps/output circuits prevent noise

DiGiCo Quantum 338 Digital Mixing Console Features:



CDJ 900 NEXUS Media Player
 from virtually any storage medium
Included rekordbox software and free rekordbox app supports Wi-Fi playback from 

mobile devices

SD memory cards, and audio CDs
Supports MP3, AAC, WAV, and AIFF file formats

and Hot Cue Pause playback modes making it possible to produce bold musical 

Beat Divide lets you trigger 3/4, 1/3, 1/2, 1/4, 1/8 increments and played for a 

and exceptionally low noise



XDJ-RX3
2-channel performance all-in-one DJ system

FAT16
FAT32
HFS+

Frequency Range 20 - 20000 Hz
Sampling Rate 44.1 kHz
A/D, D/A Converter 24 bit

Power Supply AC 100-240 V



EM 6000
Overview Digital 2-channel receiver for live productions and 
transmissions, even in the toughest environments. 

Huge spectral efficiency with equidistant frequency grid and 
true bit diversity. 

Analog and digital outputs (XLR, jack, AES-3, redundant Dante
™), high-contrast OLED display with LQI indicator

Sennheiser EM 6000 
Dante Two-Channel 
Digital Wireless 
Receiver 

MM 445 MMK 965-1 BK



 
AD4Q

AD4Q Four-Channel Digital Wireless Receiver           

Axient Digital Wireless Systems



24 bit / 48 kHz digital audio
Over 120 dB dynamic range, 130 dB (typical) using Dante™ digital networked 
audio

Built-in limiter circuitry prevents digital audio clipping

coordination, monitoring, and control

no audio quality degradation

available frequencies
Interference detection provides instant alerts

15 minutes

Selectable 1, 10, and 20 mW transmitter RF output power
Transmitters offer AA alkaline backwards compatibility

Wireless Microphones – Shure 
ULX-D Series



Wireless Transmitter/Receiver



FEATURES

• Engineered for professional live sound: Rugged all-in-one wireless
monitoring system for in-ear applications.

• Robust bodypack receiver and reliable in-ear monitoring IE 4
headphones delivering clarity along the whole frequency spectrum
for daily use on stage

• Half-rack stereo transmitter in a full-metal housing with OLED display
for full control

• Easy and flexible wireless synchronization between transmitter and
receiver via infrared

• Compatible with Sennheiser WSM control software for flexible
frequency allocation

• Up to 16 compatible channels
• Up to 42 MHz bandwidth with 1680 selectable frequencies, fully

tunable in a stable UHF range
• Transmission Range: up to 100 meters / 300 feet
• High RF output power (up to 50 mW) depending on country

regulations

SENNHEISER ew 
IEM G4-A



SR 2050I EM GW 
MONOTOR TWIN 
TRANSMITTER 
SR 2050 IEM-AW+
Overview Robust, reliable and flexible - in short: professional. 

With the SR 2050 rack-mount twin transmitter, 26 channel banks 
with up to 32 channels are available.

In six of the channel banks the channels are freely 
programmable. 

Three switchable RF output powers (10, 30, 50 mW - XP variant 
100 mW) ensure maximum artistic and technical freedom.



Wireless Microphones – Shure 
QLX-D Series

2.9 milliseconds system latency
Rugged, all metal construction
IR sync between transmitters and receivers
AES-256 encryption for wireless transmission

Transmitter RF power can set to 1 mW or 10 mW

Frequency bands cover up to 72 MHz



DPA4088 Directional 
Headset Mic
The classic 4088 Directional Headset Microphone is the industry standard in 
professional headset mics. 



Wireless Microphones – Shure 
BLX Series

frequency in case of interference

XLR and ¼" output connectors

capsule design



Wireless Microphones – Shure 
SLX Series

Easy Setup
Automatic Frequency Selection
Automatic Transmitter Setup

Exceptional Audio quality

Complete installation solutions

a standard 19“ rack.

Multi-function, backlit LCD on transmitter and receiver







Proel DM580LC Peavey PVM 50



Wired Microphones

Drum Kit- 7 Mics -BOX Audix Fusion FP-7 



Recording Equipment

Zoom H6



DI Boxes 

Klark Teknik (STEREO)

Samson MD 2 PRO (STEREO)



TELEVIC Confidea FLEX G4  

The Wireless Access Point supports the following functions and
capabilities:- Based on WiFi5 standard- Clean channel manager
that scans for the optimal channel use- Operates in the limited
access DFS channels maximizing the available spectrum.  



Audipack Silent Series Translation 
Booth 



William Sound [IC-2] Interpreter 
Control Console
System Includes

(1) IC-2 interpreter control console

(1) TFP 044 power supply

Features

Frequency Range 20 - 40000 Hz
Sampling Rate 96 kHz
A/D Converter 24 bit
D/A Converter 32 bit



Williams sound  
translation system multi 
channal fm reciver

options, and is ideal for use in assistive listening, tour guide and simultaneous i
nterpretation scenarios

T2800 Transmitter

R2863 Receiver



CLARKE AV WIRELESS PUSH to 
TALK SYSTEM



BOSCH LBB 3330 Push to talk (PTT) 
Microphone (wired)



SHURE SRH240A

Professional Quality Headphones



Thank You

anoop@clarkeavl.com

Sport Accelerator Qatar Business District

www.clarkeavl.com

+974 5513 6142, +974 3383 7780


